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Improving Noise Robustness of Automatic Speech Recognition
based on a Parallel Adapter Model with Near-Identity Initialization
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Abstract: ARFHX T, Bk OHEEMME L DED ML —= > 7 TUET % 72912 Parallel Adappter
Model (PAM) #1253 5. HHRaOMEMEr M L3 27-DIiIcEFmAac s 2, wilEs
WX 2EACHNEDOBERIREZICELD, SBEBEI AL LRV, 2R FED PAM T, #
BEAE R BRI, 77X 72— N5/ v b7 — 7 2@y gt kT
ETMCHAAADBEDOFFEEZITH 28T, GHMA L B H kDB EZ e, S8 % Mk

3—6 *ﬁéﬁ%%ﬁf&i, b‘;‘zp 10 epoch @ﬁ?g«c

1 (FC®IC

B Rk (Automatic Speech Recognition, ASR)
&, NEOHGEEH 27 XA MCAHT 23 AT L TH
5. TRETOERRMIE, GMM(Gaussian mixture
model) £ HMM (Hidden Malkov model) % #l& &b
7 GMM-HMM £ [1] %, GMM % DNN(Deep
neural network) ICIE 222 7- DNN-HMM E7/L [2, 3]
BERTH o7, LrL, stEHEOTERER LR
BB — S RDIFUH, EFETIEEETLEE
FEETNE 1DDRy M7 —2 THK L 7z End-to-end
ASR BBEACTHIR TV [4,5,6,7. ZOE5%
ASR 1Z, —RAVICHES D3 D7 DB T S L7

BREAHWLN S, ZHUIH LT, ASR ZFERIET
MAuwaia, ANERIEHNERICMATER /4
AMRT 2720, HEEMETT 2. FIig, THARL X
b7 VHEDOEN L WIEATT ASR ZHWA5EICE, &
FE AR DREE M 2 (7] 3 2 FIEEDREARAI R E 72 5.

ASR OMEFMMEZ S0 28I 2 E TITOITH
b, RERRD DICHEF MM (Speech Enhancement,
SE) Z ASR 7u > b=V R LTHWRFEND 5.
SEE/ A ZXPEZ oLEE»S, /A XDRYT —%55
DHIERDAZMHAT 25 TH 5. SE FEIZIE~
A 7aRy7 LAY (8, 9] RIEEEE [10, 11] & Hw
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, B DREED 26.1 KA ¥ MA R L 7.

7ebDOMBHY, SEETIEHE—F v IV ATINOHEH D
A[HETH B EEFER—ZADFEMNLL HoushTtn
% [12,13]. LA L, BN, 4 REZTTIE%L
MLEDBERECHRET S 2, HAHEFRICEAN
LD T2 enERERD, SE ¥ ASR O Hiffik
HAEDLETE, MfFLERER LA G shR v e
DHISN TN,
ZDEAIZED ASR & SE D I A~ v FERRET
2l2iF 22007 7u—FbH5. 120HIF Brl—=
VT RATDIRNFETH 5. Takeda 5 DS 14, 15]
T, BV T ArafERICH D SREEICED, H
HHL UCTHRBBEEZMELTWS. UL, #EEI
X, BTEREEOBE LITESLETHD, Rz
T BENCHRER B/ hE v, 2 0HIX, EFLDOHE b
L—=V W EBIRARYTFORMTH S, ETLE
KZFHYE T 2 FHESP SE S0 AZHEE T 5 FEN
BRI TV [16, 17, 18] 25, WINDOFEBF KL
NRIR—REHPRLETH D, FHax bRk EW.
Z ZCARMETIE, 7X TS R—EFHALZVEDOH
FL—= U P FEERREL, I A~y FREE {2
a2 MNEEERRT . TETX—IZNEEED A v b
T—2Thh, ¥EHEADETNEEKICHNS. 7
BT R —=DPRAAAENT-ET VT 580, ASR
R SE DRI A—REFEEL, 7R T R—DIRT X —
RDAEHTHI LT, BRI XA-ZE2MZ 52
EWTES. Fh, 7XTR=EEE A X% M5
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1: Parallel Adapter Model (PAM). Adapter2 OXITE n (3TEIEREE O XOTBITHEIL L, 100 R O3 H
B EZ W25 256, 960 RO EHEH Z AW 25513 512 ICERE.

LESEREZHWEZ 2T, /4 XMEOEWE T
FETES. YEXDY, PRVHPEERETET VDM
MES A IR T X 3.

2 REFE
RETIX, IREFIETH % Parallel Adapter Model

(PAM) & ZzD#IHLFiE%Z, ASR % SE & HICFHH
T5.

2.1 HEDH (ASR), BE (SE)

ASR 121%, Encoder, Decoder 72572 % End-to-End
HHRMETLVEH VWS bDL T 5. ASR NDEH
A% S 32k, ¥3, S ZREHMHAT (Feature
Extractor, FE) IZ X > THARHEE X T 5.
iz, ZIRLUT-EFEREE X % Encoder SRICEH L,
BEREE H (2, Z0D%%, Decoder 8T, 73
A MCEWT 5. SEHERaETVEE T, BF S
ANENTE ZIIELWT F R MY i S 2 R
DEKIZH 5 £ 512, Encoder, Decoder D787 X — &
Ocnc, Ogec DHEEZATS.

SE &, HERALLER Sy 206, HEZMEL
JoBR Sp ICAMT 5. AT, ANBERIHEF v
FINTHZ I EREL TV, HEEEEN—2
D SE FEEH WS, SE DT X—& 0, 1%, ASR &
HAGDOETHWSHEIZ, 7V —VERERFAEHD
BHLENEL 722 X WCHEHFEEZTo5bD T 5.

2.2 Parallel Adapter Model

112, $BEET IV TH S Parallel Adapter Model
(PAM) 7R3, ZOETFNE, SE Z#HHT 2 70—
WA T, SE ZITORVWARUHERE ZHWS 7n—%

o, Th2hD7 X 72—, B[RRI T X —

o Qadpl, eadpz %*%07}:, ASR % SE &b s +51c

NSV Y VT =T TH .
TRETE—1~DAS Cat(Xpg, Xy) 1%, HFAEH

EARNIEEE DR R 2 /S LR EETH D, XL A
Hhshs.
Xr = FE(Sg) (1)
Xé = Adapterl (Cat(Xg, Xn); Oadpl) (3)

7 RS2 — 2D AIE Encoder D)) HE TH D,
Decoder ~ND A HY* %H115 5.

H;"2 = Adapter2 (H%‘y 0adp2) (4)

EFNEEE T, TETR—DRITX—RDA
HH L, ASR % SE D 85 X — R X[EE L-IRFET,
RBMEEPROBARDEIRTETR—DIRT X —
R ET5.

PAM %2#3 3% ET, 7 X 7R —1213 3 DDEM,
IThbb BER 8T HRE B Rdohd. TERY
X, SERHE  OEHERT 2L, MBS ZRE
T2 bIT, SEICKIZBAZEML, I A<y FH
RS 2H8BETH 2. 11T 1, SE 12L& - Tild
JEWCRIE L EREETT 2M88ETH 5. Bl 2R, 15
BRG RL RO mOMHBER R B, 77X T X =
HhbhiRHERDZETTE2eEx o605, TR
BIX, 7TRTE=2ITREr I3, 2 O0ORMED

R LR R BT 5 2 2T, ASR OERE
M EEFEHTAMEETH 5.

Ihemss, MEx v NES) e, HE
R OFIEHILBIE Y LT ReLU 23 Z ¥ TEHT
5. 17X R-—ORENEALIEST-DI12, K
R TlE, ReLU Bz b OfEEZ 6 J@RA X v 7T 3
ZrT, 7TRIX=%EKT S (K1), Ziuzkb, #§f
BRETNTTRXSR—%2RHTES. 7X7%—1



1.0 .-ph... :q l..\j 0.3
ol

" i o
o 'rﬂ"ﬁ_'.;;h:'.-:'-:: 0
) TL B oy L B-oa
0.0 il:‘ﬁ._ET. : ..-I -
02 ..l. ..‘w‘lj

(a) near-identity #JHi{L (b) 7 ¥ & 2 #IHiL
M 2: 7 X7 % —DHILTTTE

12kD, SE & ASR DI R~y FRIEEZEMT 2L L
H1Z, SE 1Tk » THEICKDbN % & I5HR % AU
B JEREGT DB R TEWRTH S 2 L 2 fF T X
5. 7TRTR—=212&b, 7R R—1 THEMLEHL
o FHEEREARTICHRT 2 EBERMED I X
<Ry FPEMEND Z e BHFEEINS.

2.3 Near-identity #1831t (NI #IHA1k)

—fRINC, =2 =TIy PT=T DT X=X
7 VR LAIHHEELITS 22 (K 2(b)) 23, 5
X —ZED R e K& S BIR 5720, FHICHERHA
oA D 5. ZOMBEICHL, 77X T 2—pE
FEBITEL 23 & 572 near-Identity #IHAL (NI 4]
Hik) BRI TH 2 2 ehmEIhTNS [19). 22
T, NIyt E 7 X772 —C#fT 2. 20558, K
2(a) IRT & DT, MEEONAR D% 112, fho®E
BRENA T A% 0ITEWVEE T 528 T, 7X7XD
AT HANEER T2 X5 it s 2 2 e
TE3%. B, 787X — 1 O RESEED NI 913
LT, RS FRBE & iR S AR R O Fg 0
72 X512, MAKRTD 0.5 ORAITIZE 2 D
B 7T S 5.

3 EERERTE

RETE, BEETVTH 2 PAM & NLFHLOH
Wt Z RS % 72912, LibriSpeech B 32— %2 [20]
W BT AR 2TV, BEMERRICBE S 5 LR
BRiEfTS. 7 X T X —JEDH¥ETIZ, train-clean-100
subset (100 I#fH) Z &A% W2 %L, train-clean-
100, train-clean-360, train-other-500 (&&t 960 i) D
BREZHWSERZITS. FEETIBE, BEHEE
BTG TERE LS % SNR (B MHEELL) 27 0dB
1225 &5 B LEDEFE T —XE2/EK L, 25epoch
BOFEEITo 0z, B, HHLULHE R, EENRK
S5 & NEBR SRR UM E s &b, FF
i &7 121%, LibriSpeech ¥ —& %t » k@ dev-clean
¢ test-clean Z MWz, MEF O N MEZFHET 2 72
BT, T HDFHMEE IC Rl TI5TRRINGE L 7= 4
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3. H#EEF L : SAM,PAM2

%% SNR 75, 15dB, 10dB, 5dB, 0dB 12723 X 51C
ELEbELbDEHAEL, SR L.

3.1 WEETIL

PAM OEMEE DD 272012, o 2 o7 X7
X—EFTNTH5, Serial Adapter Model (SAM) ¥,
Parallel Adapter Model 2 (PAM?2) 7% I 7z
JIINHDOHET VOMIEL RS, SAM T, SE
& ASR OEFET VIR LT, 2 FHICT X T X —
AT S, ZOETNMIMDE T LR TERET
B3N, RINHEEREZHRICHOEVWETLTH S,
PAM2 1%, RRFIETH 2 PAM L[FIBEIC, SE %2
HALBZWEREZHWS. 2 DOSEEMER, Hlkic
TERTR la 7 RTR 1b IEH L, HEO¥EETE
HBRTA—REHODL Yy a—K— 2 %o CIBERME
WAL, ThHORMEZ 7 X T2 — 212K o> TH
& BE&ET 3. PAM2 © Adapter2 ORI, X1 D
Adapterl E[ARRIC, ANBIIBTEREED 2 FOX
T ZFE, REBEOMIEETD L DRITIEENS.

F/z, THHDOHEE T LIEINS, PAM IZBWT
RHD7 R TR—=DHEHCE5EOMERESMRET 5.

3.2 ETIHE

ANEFX, 16bit, 16kHz 3> 7V Y 7 DESTH
D, FEIX, TH%E2&EES512, 7+ 160 T7L—
2MELT=DB, 80 KITD R INT 4 VRN 7 R L
ARG O 2 BERMEZH 1T 5.



% 1: 100 RO AS S 2 VW TETFVEYY - 7X TR =B 2T 55D

¥ Thybrid CTC/Attention ASR [4] ],

FC) & TConv-Tasnet [12]1 , TNJ & NI #HH{L ),

KSR (WER). TH,
Ry W& Toox

LFI8A(E ), TTunable Param.] &, 7X X —DR7 X —RPDEFERT.

No. Model Tunable clean 15dB 10dB 5dB 0dB Ave.
IASR|SE Type [nit.||Param.| dev test | dev  test | dev  test | dev  test | dev  test
1| H |- - - - 83 8.6 | 158 150 | 294 26.6 | 574 52.6 | 8.5 81.1 | 38.0
2 | H |C - - - 9.0 9.2 | 144 136 | 21.8 19.5 | 38.2 339 | 689 63.6 | 29.2
3| H |C Takeda [14] - - 9.3 95 | 143 138 | 22.1  20.1 | 39.1 346 | 68.0 62.4 | 29.3
i H lo PAM (Proposed)| N 536K 12.3 12.0 | 13.1 12.9 | 15.9 15.7 | 23.8 21.7 | 42.8 38.6 | 20.9
5 PAM R 25.2 23.6 | 189 183 | 22.8 21.7 | 322 30.2 | 543 504 | 29.8
L H O SAM N 434K 11.1 112 | 145 142 | 19.1 179 | 30.9 278 | 55.5 50.3 | 25.3
7 SAM R 53.7 53.0 | 54.2 53.8 | 58.2 57.4 | 67.6 66.0 | 829 804 | 62.7
i H lo PAM?2 N L59M 11.6 11.5 | 13.1 12.9 | 16.0 15.6 | 242 242 | 44.6 446 | 21.8
9 PAM2 R 929 93.0 | 87.9 885 | 8.3 8.3 | 90.5 899 | 95.6 949 | 91.0

7 2: 960 I OBETHE R 2 W TETAVEFFEE - 7X X =B 2T 55D

¥ Thybrid CTC/Attention ASR [4]J,

FCJ 1% MConv-Tasnet [12]) , Ny & NI @t ),

SRS (WER). TH
Ry WE oo x

LF18A(E, TTunable Param.] &, 7X X —DRF X —RPDEFEERT.

No. Model Tunable clean 15dB 10dB 5dB 0dB Ave.
ASR | SE Type Param. || dev test | dev test | dev test | dev  test | dev  test
10 H - - - 26 26|38 35|70 62248 202|691 623 | 202
11 H C - - 38 40 | 52 48 |76 69 |151 129 | 369 319 | 129
12 H C Takeda [14] - 29 29 |43 40| 6.6 6.0 157 13.1 | 439 374 | 13.7
13 H C | PAM (Proposed) 1.72M 42 43 | 46 46 | 6.0 5.7 ] 99 89 |24.2 203 | 9.3
14 H C SAM 1.61M 36 36 |51 46 |73 6.6 | 149 126 | 36.3 31.7 | 12.6
15 H C PAM2 5.85M 45 46 | 50 52 |65 6.3 ]105 96 | 26.3 221 | 10.1
ASR 1Zi&, ESPnet [21], @ hybrid CTC/attention 120
— . —e— PAM(Proposed)
ETV (4] ZHWS. ZOETNE, 12 D Conformer e SAM
TRy JTHEINLITya—&X—¥, 6 @D Trans- 1001 —o— PAM2
former 70 v 7 L RHEETHNEIN LS Ta—&—% % w 80l
D, Ty aA—X—HHNT B EIERENE, 100 FH £
HRETHEE T 2551F 256 RITIC, 960 Rl & 601
THEEITSBICIE 512 JOTIc L. BRI, w0
CTC $H%kt Attention 72— X —DIELDEAN = | ! : : . !
MY, BAZTAZN03, 0.7 THS. o 5 w15 20 2

SE 2, tREEEX—ADTHETH % Conv-TasNet [12]

PHWE ZOETUE, 2ya—K—, L —X—,
TaA—X—hoflEns. Tra-X—-i31EDOE
BIABE, Ta—X—13 1 OB EAAAED SR
3. RV —R—B~RAZHERDO XY VT —2T, %
neEh 8 lMoBEAAAT T Y 7% EL, 40D Tempo-
ral Convolutional Network [22] 22572 5. SE & SI-
SNR [23] Z&AR{L$ 5 L 51T, CHIMEA4 7—&Xt v
b [24] THEATFESINLET LV EZH V.

PAM ¥ PAM2 D% TIX SpecAug ZHW3, SAM
DEETIX SpecAug & W=, NI #IfAkzE v 235
a, MR 1, 2R OEA L AN, T AT
0, BHERZE 0.01 DEMRDHTHLLE. £727
XL EE W 2856, SIBEDOAIXocE m &
T5E, —HRDM [—\/1/m,\/1/m] THIIHEZIT o 7.

X 4: PAM,SAM,PAM2 D2EE8HKHER

4 RERER

KRBT, EBRERICOWT, IHLFE, 70
DZNYE, TR T R—DEED 3 ENHERT .

A

EREFAICDOVT

£ 112, 100 FEOZETHER ZHWT 7 X 7% —
BT TAERE RS, kD, NIWHbE AW
3, BEEEHADAEHWEE (No. 2, 3) IHAT,
TRTO7XFZ—FFN (No. 4, 6, 8) THSZERET
DFRFRERED M E U 2. NI WL ZR WS Z 2T, 3
EDETILOWEZKE L I RWYIAED &8

4.1



# 3: 100 K OB EF 2 O TETNVHAIFE - 7 X T X —FB 21T G5 OEFBHIEE (WER). TH)

& Thybrid CTC/Attention ASR [4]J,

F'Cy 1% TConv-Tasnet [12]J, [Adapter] TIEZNZNDT X T X —D

EHEHEERLTWS. No. 16, 191 3FhZNEK 1D No. 2,4 LRI—DOFEBERTH 5.

No. Model Adapter clean 15dB 10dB 5dB 0dB Ave.
ASR | SE Type 1 2 dev  test | dev  test | dev  test | dev  test | dev  test
16 H C - - 9.0 9.2 | 144 136 | 21.8 195 | 382 339 | 689 63.6 | 29.2
17 v - 13.0 129 | 142 138 | 17.1 16.9 | 26.3 23.7 | 47.0 424 | 22.7
18 H C | PAM (Proposed) - v 10.5 10.8 | 14.0 13.8 | 19.3 18.2 | 32.1 289 | 588 53.1 | 26.0
19 v v 12.3 12.0 | 13.1 12.9 | 15.9 15.7 | 23.8 21.7 | 42.8 38.6 | 20.9
BLATE, DPRVEHRTH, RIA—XDBRIFICE 4.3 FHATE2—OHEEADTSIZOWVWT

BHTETVWR DR TER. ZD—HT, 7K
LWL Z W35G, MEREDSH EF % 7 — R (No. 5)
v, #3375 —2 (No. 7, 9) RSN, VXA
VIEEE I NTHRED M E L2 — 2T H, NI #IL
PRWA Y, XHICHENALLE. 20D, ¥
X LA, FENE T REEILATE TR
WZ e AHERIX NS, U EDRERED, 7HX T
BB 5 NI Uboa e REhiz. KT,
NI #1258 DAE X 5.

4.2 FFILDOMEEEICDOWT

F1 XD, HEFETHS PAM D, 1FLAY DM
FEREET ORI, BXOFEMRETRD BAFTH
LWV ERY 572, SNR 23 0dB Ok %, SE O
AaEA LG E IR T, dev-clean 1% 26.1 KA >
b, test-clean 1% 25.0 KA > b OMEREA EHERE T &
72, X 5IZ, PEMRETIZ, 8.3 KA ¥ MERESH EL
72. SAM TiE, ¥D% —23d PAM ITHARTHS I
PERERMENZ 22 H 5. PAM2 IZOoWTIE, 15 dB
% 10 dB OMEEBREIICH VT PAM & [F% D MRED
RTE. —HT, BHZRETIEZ PAM O 50
DR, BHRT X — XTI, PAM DIE5 237070
ZrEERITIUE, PAM BIDBHEREFTLTHD
CERD. F, K4 WFEHEROWEREZRT. Th
D, IZFLAEDEFILT, 10 epoch FEEETHEIEK
BICRLTED, ZOHTH PAM Dk d ¥ HELHN
INEWFERE RoTW., FRBROSED»SH D, PAM
BIMEDPHEE T E 72,

213, 960 R OBETHE R Z HWT T X X —%
BriTolfERERLTWS., THHDEBRTDH, 12
FFHETDH 2 PAM B3, HE DZWERE T ORGRIERE,
BIOEIHRETRDBIFTH D 2 WIRRE ko 72,
SNR 73, 0dB ® & %, SE OA%#H L =55 1ckx
T, dev-clean 1% 12.7 KA > b, test-clean {& 11.6 7R
4 ¥ N OMREA DR T & 2. X 51T, FERET
X, 3.6 KA > MERED LU 7.

#£3 &b, SE oAHWIHGEIHLR, wIhdro
7R TR =T WA B ERED A EAHERE X 7.
Adapterl & Adapter2 D ZhZh—FH DALV
%4 (No. 17, 18) Tl%, Adapterl DA ZHWIZS
(No. 17) 25K Z 72 MERelA] La3A H 7z, Adapterl DA
FW7=354, SNR 28 0 dB OERBEICEWT, dev-clean
Tl 21.9 KA > b, test-clean TlE 21.2 KA > F DA
ETHot=Diz L, Adapter2 DAHWEIGE, dev-
clean TlE 10.1 KA > b, test-clean TIX 10.5 KA
Y hDEETH o7z FFHMEED, Adapter2 X
D% Adapterl DIZ5 D 3.3 KA > b EAloTW3.
Adapter]l TIIHEEFRBEZEALTED, FHEOE
P KD EMCHEEL e EZHNS.

ZO—NT, 7XxTZ—% 2 DHW% PAM(No. 19)
TlE, XHICKENIAELTVWS. DEXD, 2207
RT R —=DMREICH S L, S acamlEREZE LT
% Z e DRI .

5 LIV

AWFZE T, A makDHES Mz A F3 572012,
EEmiHr SRRSO 7oy by R LTHWV 5
B Y 72 2 E A ek & S A D I A~ v F [
RS 572912, Parallel Adapter Model ¥ Z D%
#AMIC Near-Identity #IHI{LiEEFIA T2 2 & 242K
L7z. Parallel Adapter Model &, A& FIINZ T,
RIFEZ 2 HNT I 2~ v FRIEOEMZ 1305 —
DHO7 X TR —t, =DOHDT7 XS X —THEML =
NI o IBTERHBEICERE T 2 I A v F2RMT
2_DOHD7 XTI R—D20DT7 XTI X—%HN25F
ETH5. F72, Near-Identity FIHALIEZ, B G
WGEWETHIES 2 Z & T, MR FE % AREIC
FTARFETHS. EBFOME, train-clean-100 % W
REFETHEE 2T ETNE, 7R TX—% 0
BOWEE L IR LT, MREDIRKT 25.2 KA~ b, P
YT 8.4 KA v v MHREDXM EL. £72, PAM 1B
WTiE, 22007 X7 X—%2HW5 Z THRES XD
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